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IN THE SPECIFICATION 

RECEIVED 

CENTRAL FAX CENTER 

Please amend paragraph 3 on page 6 as follows. AUG 2 8 2006 



At this point, when the dynamic range of class tap is taken to be DR; the bit 
allocation is taken to be m, the data tevel -value of each class tap to be L; and the quantization 
code is taken to be Q, the ADRC circuit conducts the quantization by evenly dividing data 
between the maximum value MAX and the minimum value MIN into areas by the specified bit 
length, according to the following EQUATION (1). 

Please amend Equation 4 on page 12 (paragraph 5) as follows. 

W[lc] • 0.51 + 0, 4 6*co5(7r*k/N) (k-0,..-,N - l) 

w[k] = 0.54- 0.46cos(2rc-^-), [ k = 0, n-1 



(4) 
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Please replace Equation 10 on page 26 (paragraph 9) as follows. 



*-0 1 1 A-fi 4-0 



(i = K2,...J0 



... (10) 



Please amend paragraph 3 on page 28 as follows. 



Accordingly, in the learning circuit 30, the student signal generating filter 37 
conducts the thinning processing of teacher audio data with high sound quality, taking (h e 
i nterpolation processing in rho audio signal processing dovico 10 into ooiifiidoraiion, thereby 
obtaining the prediction coefficients for the int e rpolation digital audio processing in the audio 
signal processing device 10. 
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